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SIP Speaker Configuration

Step One: Connect to the network

Connect the end of network cable to the device WAN port, another end is connected to the
LAN port of the router, then the hardware connection is completed. Normally, you should set

your network to DHCP mode.
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Step Two: Get the device IP Address:

Methods:
1. Use the default IP scanner tool to get it: Network Scanner
1) Install the scanner tool: Network Scanner;
2) Ensure the working computer (installing IP scanner tool, exe.) is in the same local network
with the corresponding device;
3) Run the tool (Network Scanner.exe), to search the IP address of corresponding device within
the network.

B |IP Address |Serlal Humber |MAC Address |S'|\' Verzion |Descr1pt10n
1 |19z 168.1. 128 [it-sa30 [0c:38:3e:15: 9. ca |23 1465, 497 |SIF Speaker

Method 2: Long Press “#”key for 3 seconds, the intercom will report the IP numbers by itself.



SIP Speaker Configuration

Step Three: Log in the WEB admin interface of the device

Input IP address (e.g.: http://192.168.1.128) the Web browser, the default user name: admin,

password: admin.

User:
Password:
Language: English [ ]

Logon

Step Four: Modify the device description

- TION KEY | AUDIO | FEATURE Action URL _

Feature Settings

NETWORK DND (Do Not Disturb) I} Ban Outgoing ]

Enable Intercom Mute Enable Intercom Tone

Enable Auto Answer Lines and IP Call|w| Auto Answer Timeout ICl (0~60s)

No Answer Handdown Il No Ans. Handdown Time (1~605)

SRR Dial Fixed Length to Send 0 Send length l:l

Enable Speed Dial Handdown [Enable [«] Dial Number Voice Play | Disable [=]

Use Function Key to Answer |Enable [+] Status Led Reuse Made [Disable [=]
SAFEGUARDING . . .

Hot Key Dial Mode Select [Main-Secondary =] Call Switched Time (5~505)

Day Start Time 05:00  (00:00~23:59)  Day End Time [18:00  |00:00~23:53)
R I Description IW-SA30 I

Apply

LOGOUT

Block Out Settings
Block Out

[ (=]


http://192.168.1.128)/

SIP Speaker Configuration

Step Five: Add SIP account

SIP Line [ste1 =]
LIARSELLE Basic Settings >>
Status Registered
Server Address 172.18.1.212
Server Port 5060
ML Authentication User
Authentication Password
SAFEGUARDING SIP User 504
Display Name G604
MAINTENANCE Enable Registration
LOGOUT Advanced SIP Settings >>

Apply

SIP Global Settings >>

Step Six: The Volume adjustment

Method one: through the WEB can adjust the size of the volume, mainly is two, < Broadcast

Output Volume > and < Handsfree Hardware Speakerphone Gain> below.

C =) AUDIO FEATURE Action URL
Audio Settings
First Codec Second Codec
Third Codec G722 [+] Fourth Codec G.729AB [=]
DTMF Payload Type (96~127) Default Ring Type
G.720AB Payload Length 20ms Tone Standard
NETWORK ¥ g (20ms ] [
G.722 Timestamps G.723.1 Bit Rate [6.3kb/5 =]
Enable VAD O
INTERCOM Talk Volume Settings
SPK Output Volume 5 Ja~w MIC Input Volume ER et

SAFEGUARDING

/ The software gain, not greater than 5

Media Volume Settings

MAINTENANCE
IBroadcast Output Volume  [5 |(1~9)| signal Tone Volume (0~9)
LOGOUT Hardware gain
Codec Gain Settings /
Handsfree Hardware MIC Gain (1~11) l—iandsfree Hardware Speakerphone Gain |3 |(1~8)|

Apply




